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Abstract

Meanwhile, NCTU (National Chiao Tung University), with the support from NTP (National
Science and Technology Program for Telecommunications), has established a SIP (Session
Initiation Protocol)-based VoIP (Voice over IP) Platform called NTP VoIP Platform. In NTP
project, NCTU not only cooperates with NTU (National Taiwan University), NTHU (National
Tsing Hua University), NCKU (National Cheng Kung University), NDHU (National Dong Hwa
University) and PU (Providence University) to develop the advanced VoIP applications such as
OSA (Open Service Access) and IMS (IP Multimedia Sub-system) but also provides teaching
materials and the VoIP platform to NICE (National Innovative Communication Education program)
project. Therefore, this project will promote the development of 3GPP OSA and IMS core network
technologies and improve VolP training environments in Taiwan.

Keywords: 3G ~ All-IP ~ CSCF ~ IMS ~ NTP VoIP Platform
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